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(57) ABSTRACT

An electronic device and a corresponding gain controlling
method are provided. The gain controlling method includes
the steps of receiving a sound signal, calculating a sound level
according to each value of the sound signal in a past period,
determining a gain value according to the sound level, using
the gain value to amplify the sound signal, and then storing
the sound signal.
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ELECTRONIC DEVICE AND GAIN
CONTROLLING METHOD

CROSS-REFERENCE TO RELATED
APPLICATION

This application is a continuation-in-part application of
and claims the priority benefit of a prior application Ser. No.
13/671,499, filed on Nov. 7, 2012, now pending. The prior
application Ser. No. 13/671,499 claims the priority benefits of
U.S. provisional application Ser. No. 61/601,583, filed on
Feb. 22, 2012. This application also claims the priority ben-
efits of U.S. provisional application Ser. No. 61/885,515, filed
on Oct. 2, 2013. The entirety of each of the above-mentioned
patent applications is hereby incorporated by reference herein
and made a part of this specification.

FIELD OF THE INVENTION

The invention is directed to an electronic device and a
method for processing sound signals and more particularly, to
an electronic device and a gain controlling method.

DESCRIPTION OF RELATED ART

Recently, many consumer electronic devices are provided
with sound playback and recording functions, and the play-
back function is easily affected by the environment. For
example, in a quiet environment, a sound level of the play-
back may probably be too high, while in a noisy environment,
the sound level may probably be too low.

The recording may probably encounter a scenario that the
sound level is extremely low or extremely high. For example,
most people speak at a low sound level, but in a concert, the
sound level would be quite high. In the current consumer
electronic devices, during sound recording, no matter
whether the sound level of the received sound signal is high or
low, the sound signal is amplified to a target level, but the
common scenario is that the real sound level would be high
and low and not maintained in the same level. Such sound
recording function is incapable of keeping the sound signal in
a dynamic range, which leads to the reduction of sound fidel-

1ty.
SUMMARY

The invention provides an electronic device and a gain
controlling method to resolve an issue that a sound level of
sound playback is inconsistent with ambient sound level and
keep a dynamic range for recorded sound.

The invention is directed to an electronic device, including
a microphone, an analog-to-digital converter and a processor.
The microphone receives a sound signal. The analog-to-digi-
tal converter is coupled to the microphone and converts the
sound signal from analog signal into digital signal. The pro-
cessor is coupled to the analog-to-digital converter, calculates
a sound level according to each value of the sound signal in a
past period, determines a gain value according to the sound
level, uses the gain value to amplify the sound signal and then
stores the first sound signal.

The invention is directed to a gain controlling method,
including the following steps. A sound signal is received. A
sound level is calculated according to each value of the sound
signal in a past period. A gain value is determined according
to the sound level. The gain value is used to amplify the sound
signal, and then the sound signal is stored.
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To sum up, in the electronic device and the corresponding
gain controlling method, the gain value of sound playback
can be determined according to the ambient sound level, so as
to resolve the issue that the sound level of sound playback is
inconsistent with the ambient sound level. Moreover, in the
electronic device and the corresponding gain controlling
method, the gain value of the sound signal can be determined
according to the sound level of the sound signal in the past
period to keep the dynamic range for the sound signal.

In order to make the aforementioned and other features and
advantages of the invention more comprehensible, several
embodiments accompanied with figures are described in
detail below.

BRIEF DESCRIPTION OF THE DRAWINGS

The accompanying drawings are included to provide a
further understanding of the invention, and are incorporated
in and constitute a part of this specification. The drawings
illustrate embodiments of the invention and, together with the
description, serve to explain the principles of the invention.

FIG.1is a schematic diagram illustrating a sound playback
device according an embodiment of the invention.

FIG. 2 is a flowchart illustrating a gain controlling method
according an embodiment of the invention.

FIG. 3 is a schematic diagram illustrating a sound record-
ing device according an embodiment of the invention.

FIG. 4 is a flowchart illustrating a gain controlling method
according an embodiment of the invention.

FIG. 5 is a schematic diagram of a conventional sound
signal.

FIG. 6 is a schematic diagram of a sound signal according
to an embodiment of the invention.

DESCRIPTION OF EMBODIMENTS

FIG.1is a schematic diagram illustrating a sound playback
device 100 according an embodiment of the invention. The
sound playback device is 100 may be any type of electronic
device having a sound playback capability. The sound play-
back device 100 includes a microphone 110, an analog-to-
digital converter 120, a processor 130, a digital-to-analog
converter 140, a speaker 150, a processor 160 and a storage
device 170. The analog-to-digital converter 120 is coupled to
the microphone 110, the digital-to-analog converter 140 is
coupled to the speaker 150, the processor 130 is coupled to the
analog-to-digital converter 120 and the digital-to-analog con-
verter 140, and the processor 160 is coupled to the processor
130 and the storage device 170. The processor 130 may be a
digital signal processor (DSP), and the processor 160 may be
an application processor of the sound playback device 100. In
the present embodiment, the storage device 170 is an element
built in the sound playback device 100, while in another
embodiment, the storage device 170 may not have to belong
to the sound playback device 100, but externally connected
with the sound playback device 100.

FIG. 2 is a flowchart illustrating a gain controlling method
according an embodiment of the invention. The method may
be performed by the sound playback device 100. In step 210,
the microphone 110 receives an input sound signal. The input
sound signal is ambient noise of the sound playback device
100. In step 220, the analog-to-digital converter 120 converts
the input sound signal from analog signal into digital signal.

The sound playback device 100 may play an output sound
signal through the speaker 150. The processor 160 may pro-
vide the output sound signal from the processor 130 to the
storage device 170. The microphone 110 receives not only the
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ambient noise but also the output sound signal. Thus, the
processor 130 eliminates the echo of the input sound signal
from the output sound signal in step 230 and then, evaluates a
sound level of the input sound signal (i.e. the ambient noise)
the in step 240.

In step 250, the processor 130 determines a gain value
according to the sound level of the input sound signal. The
gain value is an increasing function of the sound level of the
input sound signal. In order to simplify the calculation pro-
cess, the increasing function may be complied as a look-up
table, such that the processor 130 may determine the gain
value by using the look-up table.

In step 260, the processor 130 uses the gain value to
amplify the output sound signal. In step 270, the digital-to-
analog converter 140 converts the output sound signal from
digital signal into analog signal. The, in step 280, the speaker
150 plays the output sound signal. Since the gain value of the
output sound signal is proportional to the sound level of the
ambient noise, the playback sound level of the speaker 150
may be consistent with the ambient noise, without being too
high or too low.

FIG. 3 is a schematic diagram illustrating a sound record-
ing device 300 according an embodiment of the invention.
The sound recording device 300 may be any type of electronic
device having a sound recording capability. The sound
recording device 300 includes a microphone 310, an analog-
to-digital converter 320, a processor 330 and a storage device
340. The analog-to-digital converter 320 is coupled to the
microphone 310, and the processor 330 is coupled to the
analog-to-digital converter 320 and the storage device 340. In
the present embodiment, the storage device 340 is an element
built in the sound recording device 300, while in another
embodiment, the storage device 340 may not have to belong
to the sound recording device 300, but externally connected
with the sound recording device 300.

FIG. 4 is a flowchart illustrating a gain controlling method
according an embodiment of the invention. Step 405 of the
method may be performed by the microphone 310 and the
analog-to-digital converter 320, while the other steps may be
performed by the processor 330.

In step 405, the microphone 310 receives a sound signal.
The analog-to-digital converter 320 converts the sound signal
from analog signal into digital signal. In step 410, the proces-
sor 330 calculates a sound level L, of the sound signal. The
processor 330 may analyze each of the sound signal in a past
period P, calculate a maximum value (a maximum amplitude
of the sound signal) of absolute values of the values or a root
mean square value of absolute values of the values and serve
the calculated value as the sound level L, of the sound signal.

Then, in step 415, the processor 330 calculates another
sound level L, of the sound signal. The processor 330 may
determine another past period P, according to the sound level
L,, where a time length of the P, is proportional to the sound
level L,. Thus, when the sound level L, is higher than a
threshold, the time length of the past period P, is longer than
a time length of the past period P,. Thereafter, the processor
330 may analyze each of the sound signal in the past period
P,, calculate a maximum value or a root mean square value of
absolute values of the values of the sound signal and serve the
calculated value as a sound level L, of the sound signal. In
step 420, the processor 330 determines a gain value G,
according to the sound level L,, where the gain value G; is
inversely proportional to the sound level L,. For example, the
processor 330 may locate a corresponding gain value G,
according to the sound level L, in a look-up table.

Then, in step 425, the processor 330 checks whether the
sound level L, is higher than a predetermined threshold. If the
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sound level L, is higher than the threshold, the processor 330
checks a duration in which the sound level L, is higher than
the threshold reaches a predetermined time length T in step
430. If yes, the processor 330 sets a flag in step 435 and then,
sets a final gain value G, of the sound signal to be equal to the
minimum value of the gain value G, and another gain value
G ,in step 440. The gain value G ,is a predetermined constant.
G is a target gain value corresponding to the sound signal
when the sound signal has a lower sound level, and G is
generally greater than G, . If the result of step 430 is “No”, the
process directly enters step 440.

Then, in step 460, the processor 330 uses the final gain
value G, to amplify the sound signal and then stores the
sound signal in the storage device 340. If the amplitude of the
gain value G, of the sound signal exceeds a predetermined
upper limit after the sound signal is amplified, the processor
330 may decrease the gain value G, to prevent the amplitude
of the sound signal from exceeding the predetermined upper
limit.

If the result of step 425 is “No”, in step 445, the processor
330 checks whether the flag of step 435 is set and the duration
in which the sound level L, is lower than or equal to a prede-
termined threshold reaches another predetermined time
length T,. By means of combining steps 430, 435 and 445, it
can be learned that the checking condition of step 445 is
whether the duration in which the sound level L, is higher
than the threshold reaches the time length T, and then the
duration in which the sound level L, is lower than or equal to
the threshold reaches the time length T,. If the condition is
satisfied, in step 450, the processor 330 gradually increases
the gain value G, up to be equal to the gain value G within the
next predetermined period and sets the final gain value G, to
be equal to the gain value G; in step 455, and then the process
enters step 460. During the predetermined period, in step 460,
the final gain value G , used by the processor 330 is gradually
increased from G; at the beginning to be equal to G.

Ifthe result of step 425 is “No”, and the checking condition
of'step 445 is not satisfied, in step 465, the processor 330 sets
the final gain value G, to be equal to the gain value G,and in
step 470, clears the flag of step 435, and then, the process
enters step 460. By doing so, it can be ensured that the sound
signal with the lower sound level will have the greater gain.

FIG. 5 is a schematic diagram illustrating a waveform of
the sound signal being amplified during sound recording
according to the conventional technique. In FIG. 5, the lon-
gitudinal axis represent values of the sound signal, the hori-
zontal axis represents time, the black part is the background,
and the white part is the waveform of the sound signal. With
reference to FIG. 5, most of the signals are amplified to reach
the same target sound level, but the real original sound levels
are not such consistent, which leads to the reduction of the
dynamic range of the sound signal.

FIG. 6 is a schematic diagram illustrating a waveform of
the sound signal being amplified during sound recording
according to an embodiment of the invention. In FIG. 6, the
longitudinal axis represent values of the sound signal, the
horizontal axis represents time, the black part is the back-
ground, and the white part is the waveform of the sound
signal. With reference to FIG. 4 and FIG. 6, the final gain
value G, of the sound signal is determined according to the
value and the change of the sound level of the sound signal,
and thereby, the dynamic range of the sound signal may be
kept, and the recorded sound signal is more closed to the
original signal before being recorded.

According to another embodiment of the invention, an
electronic device is provided. The electronic device combines
the sound playback device 100 illustrated in FIG. 1 and the
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sound recording device 300 illustrated in FIG. 3. The elec-
tronic device may record and store a sound signal like the way
the sound recording device 300 does, and plays the sound
signal like the way the sound playback device 100 does. In the
electronic device, the microphone 110 illustrated in FIG. 1
and the microphone 310 illustrated in FIG. 3 may be inte-
grated together as one, the analog-to-digital converter 120
illustrated in FIG. 1 and the analog-to-digital converter 320
illustrated in FIG. 3 may be integrated together as one, and the
processor 130 illustrated in FIG. 1 and the processor 330
illustrated in FIG. 3 may also be integrated together as one.

According to yet another embodiment of the invention, a
gain controlling method is provided. The gain controlling
method combines the gain controlling methods illustrated in
FIG. 2 and FIG. 4. In the gain controlling method, a sound
signal may be first recorded and stored as the way the gain
controlling method illustrated FIG. 4 is performed, and then,
the sound signal is played as the way the gain controlling
method illustrated in FIG. 2 is.

To conclude, in the invention, the gain of the sound signal
can be dynamically adjusted according to the sound level of
the environment, such that played sound level can work well
with the ambient sound level, without being too high or too
low. Moreover, in the invention, the gain of the sound signal
can be dynamically adjusted according the value and the
change of the sound level of the sound signal in the past
period, such that the dynamic range and fidelity of the sound
signal can be kept.

Although the invention has been described with reference
to the above embodiments, it will be apparent to one of the
ordinary skill in the art that modifications to the described
embodiment may be made without departing from the spirit
of the invention. Accordingly, the scope of the invention will
be defined by the attached claims not by the above detailed
descriptions.

What is claimed is:

1. An electronic device, comprising:

a microphone, receiving a first sound signal;

an analog-to-digital converter, coupled to the microphone

and converting the first sound signal from analog signal
into digital signal; and

afirst processor, coupled to the analog-to-digital converter,

calculating a first sound level according to each value of
the first sound signal in a first past period, determining a
first gain value positively proportional to the first sound
level of an ambient noise, using the first gain value to
amplify the first sound signal and then storing the first
sound signal.

2. The electronic device according to claim 1, wherein the
first processor determines a second past period according to
the first sound level, calculates a second sound level accord-
ing to each value of the first sound signal in the second past
period, determines a second gain value according to the sec-
ond sound level, and determines the first gain value according
to at least one of the second gain value and a third gain value,
wherein the third gain value is a predetermined constant.

3. The electronic device according to claim 2, wherein a
time length of the second past period is proportional to the
first sound level.

4. The electronic device according to claim 3, wherein
when the first sound level is higher than a threshold, the time
length of the second past period is longer than a time length of
the first past period.

5. The electronic device according to claim 2, wherein the
second gain value is inversely proportional to the second
sound level.
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6. The electronic device according to claim 2, wherein if
the second sound level is higher than a threshold, the first gain
value is equal to the minimum value of the second gain value
and the third gain value.

7. The electronic device according to claim 2, wherein if
the second sound level meets a predetermined condition, the
first processor gradually increases the second gain value up to
be equal to the third gain value within a predetermined period,
and the first gain value is equal to the second gain value within
the predetermined period, wherein the predetermined condi-
tion is a duration in which the second sound level is greater
than a threshold reaching a first time length and then a dura-
tion in which the second sound level is lower than or equal to
the threshold reaching a second time length.

8. The electronic device according to claim 7, wherein if
the second sound level is lower than or equal to the threshold,
and the second sound level does not meet the predetermined
condition, the first gain value is equal to the third gain value.

9. The electronic device according to claim 1, wherein if an
amplitude of the first sound signal which is amplified by using
the first gain value exceeds a predetermined upper limit, the
first processor decreases the first gain value to prevent the
amplitude from exceeding the predetermined upper limit.

10. The electronic device according to claim 1, wherein
after the first processor stores the first sound signal, the micro-
phone further receives a second sound signal, the analog-to-
digital converter converts the second sound signal from ana-
log signal into digital signal, the first processor evaluates a
third sound level of the second sound signal, determines a
fourth gain value according to the third sound level and uses
the fourth gain value to amplify the first sound signal, and the
electronic device further comprises:

a digital-to-analog converter, coupled to the first processor
and converting the first sound signal from digital signal
into analog signal; and

a speaker, coupled to the digital-to-analog converter and
playing the first sound signal.

11. The electronic device according to claim 10, wherein
the first processor first eliminates echo of the first sound
signal from the second sound signal and then evaluates the
third sound level.

12. The electronic device according to claim 10, wherein
the fourth gain value is an increasing function of the third
sound level.

13. The electronic device according to claim 10, wherein
the first processor stores the first sound signal in a storage
device, and the electronic device further comprises:

a second processor, coupled to the first processor, provid-
ing the first sound signal from the storage device to the
first processor.

14. A gain controlling method, comprising:

receiving a first sound signal;

calculating a first sound level according to each value of the
first sound signal in a first past period;

determining a first gain value positively proportional to the
first sound level of an ambient noise; and

using the first gain value to amplify the first sound signal
and then storing the first sound signal.

15. The gain controlling method according to claim 14,
wherein the step of determining the first gain value according
to the first sound level comprising:

determining a second past period according to the first
sound level;

calculating a second sound level according to each value of
the first sound signal in the second past period;

determining a second gain value according to the second
sound level; and
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determining the first gain value according to at least one of
the second gain value and a third gain value, wherein the
third gain value is a predetermined constant.

16. The gain controlling method according to claim 15,
wherein a time length of the second past period is propor-
tional to the first sound level.

17. The gain controlling method according to claim 16,
wherein when the first sound level is higher than a threshold,
the time length of the second past period is longer than a time
length of the first past period.

18. The gain controlling method according to claim 15,
wherein the second gain value is inversely proportional to the
second sound level.

19. The gain controlling method according to claim 15,
wherein if the second sound level is higher than a threshold,
the first gain value is equal to the minimum value of the
second gain value and third gain value.

20. The gain controlling method according to claim 15,
wherein if the second sound level meets a predetermined
condition, the method further comprises:

gradually increasing the second gain value up to be equal to

the third gain value within a predetermined period, and
the first gain value being equal to the second gain value
within the predetermined period, wherein the predeter-
mined condition is a duration in which the second sound
level is higher than a threshold reaching a first time
length and then a duration in which the second sound
level is lower than or equal to the threshold reaching a
second time length.
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21. The gain controlling method according to claim 20,
wherein if the second sound level is lower than or equal to the
threshold, and the second sound level does not meet the
predetermined condition, the first gain value is equal to the
third gain value.

22. The gain controlling method according to claim 14,
further comprising:

if an amplitude of the first sound signal which is amplified

by using the first gain value exceeds a predetermined
upper limit, decreasing the first gain value to prevent the
amplitude from exceeding the predetermined upper
limit.

23. The gain controlling method according to claim 14,
after the step of storing the first sound signal, the method
further comprising:

receiving a second sound signal;

evaluating a third sound level of the second sound signal;

determining a fourth gain value according to the third

sound level;

using the fourth gain value to amplify the first sound signal;

and

playing the first sound signal.

24. The gain controlling method according to claim 23,
further comprising:

eliminating echo of the first sound signal from the second

sound signal and then evaluating the third sound level.

25. The gain controlling method according to claim 23,
wherein the fourth gain value is an increasing function of the
third sound level.



